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Algonithm Research of Confirm the Type of Audio Signal
Based on Vector Quantization
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(School of Measure—control Technology and Communicat Engineering Harbin University of Science and Technology Harbin 150040 China)

Abstract: Among the environment of speech recognition and control the non-speech signal (noise) was very

easy to confuse with speech signal apart of noise could be mistaken for speech result inthe deteriorate of system. To

solve this problem this article based on the theory of speaker recognition a method with vector quantization is pres—

ented to confirm the type of audio signal so that to distinguish the non-speech signal and eliminate it later ad-—

wance the system’ s work efficiency. This article has designed a simulation system based on matlab. The results

show that this system realized the basic function of distinguish the non-speech signal and speech signal reached i-

deal effect.
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